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INTRODUCTION 

 
This interoperability report describes test results and optimal configuration of Ascom i62 towards NEC’s 
IP-PBX. 
  
The document should be used in conjunction with configuration guide(s) from NEC and Ascom. 
 

Ascom  

 
Ascom Wireless Solutions (http://www.ascom.com/ws) is a leading provider of on-site wireless 
communications for key segments such as hospitals, manufacturing industries, retail and hotels. More 
than 75,000 systems are installed at major companies all over the world. The company offers a broad 
range of voice and professional messaging solutions, creating value for customers by supporting and 
optimizing their Mission-Critical processes. The solutions are based on VoWiFi, IP-DECT, DECT, Nurse 
Call and paging technologies, smartly integrated into existing enterprise systems.  
 
Founded in the 1950s and based in Göteborg, Sweden, Ascom Wireless Solutions is part of the Ascom 
Group and listed on the Swiss Stock Exchange. The company has subsidiaries in 10 countries and 
approximately 1,200 employees worldwide.  
 

NEC  

 
About NEC Corporation 
  
NEC Corporation is a leader in the integration of IT and network technologies that benefit businesses and 
people around the world. By providing a combination of products and solutions that cross utilize the 
company’s experience and global resources, NEC’s advanced technologies meet the complex and ever-
changing needs of its customers. NEC brings more than 100 years of expertise in technological 
innovation to empower people, businesses and society.   
 
For more information, visit NEC at http://www.nec.com.   
 
About NEC Unified Solutions 
 
NEC Unified Solutions specialises in providing communications solutions to small, medium and large 
enterprises in both the private and public sectors. Designed for open connectivity, high availability and 
flexible growth, these solutions incorporate the latest voice, data and video technologies and enable real-
time, collaborative working, increased productivity and significantly improved customer satisfaction. 
Serving customers through a network of direct sales organisations, business partners and value-added 
resellers, NEC Unified Solutions fosters a company-wide culture of customer dedication, flexibility and 
excellence throughout the EMEA (Europe, Middle East & Africa) region.  
 
For more information, please visit: www.nec-unified.com. 

 

http://www.ascom.com/ws
http://www.nec.com/
http://www.nec-unified.com/
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SITE INFORMATION 

 
Test Site: NEC 

Hilversum 
The Netherlands 

 
Participant(s): 
 
André Blokland (NEC, NL) 
Luc Rader (Ascom, NL) 
Matthew Williams (Ascom HQ, SE) 
…… 
 
Martijn van der Meulen (Zetacom, NL) 

 
 

Test Topology 
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SUMMARY 

NEC IS3000/SIP@Net 51.00.0.0 (851.00.0) & Business ConneCT 6.0.0200 

 
The outcomes of individual test cases in most areas were positive. However, it was agreed that the 
integration would not cover wall waiting (CW) due to unexpected behaviour in regard to some scenarios. 
It is also important to note that call park/pick-up was not tested at the time of validation.  
 
Queries regarding licensing should be directed to the supplier of the IP-PBX solution. 
 
Please see “Appendix A: Test Configurations” for further details. 
 
 

WIFI 

High Level Functionality Result 

Basic Call (UDP, no TLS) OK 

DTMF OK 

Hold, Retrieve, Enquiry and Brokering OK 

Attended Transfer OK* 

Unattended Transfer OK* 

Call Forward Unconditional OK** 

Call Forward No Reply OK** 

Call Forward Busy OK** 

Call Waiting Not supported 

Message Waiting Indication OK 

Call Park/Pick-up Not Tested 

Twinning (Concurrent call) OK 

Conference OK*** 

Conference (ad-hoc) OK 

Do Not Disturb OK 

Calling Line/Name Identification NOK* 

Connected Line/Name Identification NOK* 

*) Transfer target (C) not updated with name of transferee (A), see “Known Issues” 
**) Call diversions can either be supported by IP-PBX or locally in handset (previous preferred) 
***) Requires conference bridge 
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Known Issues and Limitations 

 

 MD5 authentication by name is not supported.  
Workaround: One must authenticate using the number instead. 

 Dual hold not supported by IP PBX (renders “500 Internal Server Error”). 

 No indication at handset upon activation of IP-PBX-controlled call diversion (CDIV) 

 Transfer target (C) is not updated with the name of transferee (A). This is resolved in NEC 
SIP@Net patch, version 51.00.0.0 (851.00.3). The fix will be included in official release 
SIP@Net Server 851.01.0. 

 Name updates are not supported by the IP PBX over SIP trunks. 

 Call waiting (CW) is not supported. It is therefore recommended to disable CW in the handset 
through WinPDM or remote management, i.e. Unite CM or IMS.  
(Device > Call >  Disable call waiting: Yes) 

 
Note: The Ascom i62 must run hotfix version 3.4.16 to provide an acceptable level of integration towards 
this IP PBX. 
 
For additional information regarding known issues, please contact interop@ascom.se. 
 

General Conclusion 

 
Ascom interoperability verification produced respectable results towards NEC IS3000/SIP@Net 51.00.0.0 
(851.00.0) & Business ConneCT (BCT) 6.0.0200. Some exceptions concerned a number of test cases in 
which unexpected behaviour was observed, specifically in regard to call waiting (CW). That said, most 
test cases concerning basic call, brokering/enquiry, transfer, call diversion and message waiting 
indication passed with positive results. 
 
Ascom i62 handsets were configured to register at the IP PBX using temporary three-day licenses. The 
“Hold Type” was left at its default setting (inactive), while DTMF signalling was transmitted through RTP 
(RFC2833/4733). In addition, handsets had “SIP Expires” set to 300 seconds and CW disabled. The 
codec of choice during testing was G.711A/20ms.  
 
Please note that call park/pick-up was not tested at the time of validation. Furthermore call waiting is not 
covered in the certified solution. 
 
BCT functionality was tested exclusively by NEC. Please see Appendix B for details. 
 
 
 
 
 

mailto:minterop@ascom.seailto:
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TEST RESULTS 

IP-PBX Integration - VoWIFI 

  
Software Versions: 

 NEC IS3000/SIP@Net, v. 51.00.0.0 (851.00.0) 

 Business ConneCT, v. 6.0.0200 

 Ascom i62, v. 3.4.16 
 
Signaling Protocol: 

 SIP (UDP) 
 
NEC IS3000/SIP@Net & Business ConneCT: 

 Appropriate caller line identities (CLI) require additional configuration on the IP PBX  

 The IP-PBX must support “302 Moved Temporarily” SIP messages for local call diversion 
(CDIV) to work properly (enabled on IP-PBX) 

 
Ascom i62: 

 “Endpoint Number” and “SIP Proxy Password” correspond to number and password on IP-
PBX 

 Hold signaling: Inactive 

 SIP Registration Expiration: 300s (recommended by NEC) 

 Disable call waiting: Yes 
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Test Areas 

 
Basic Call, DTMF: 94% pass (17/18)  
 

 MD5 Authenication with number OK (name not supported, see “Known Issues”) 

 DTMF OK 

 Call rejected hangs up after 7 seconds due to signaling from IP PBX  

 #5106.5 NOK 
Cannot decline second incoming call when CW is enabled (CW not supported, see “Known 
Issues”) 

 
Basic Call, Portable Unavailable: 100 % pass (6/6) 
 

 Works as expected 
 
Basic call, Stability: 100 % pass (2/2) 
 

 Expected behavior 
 

Procedure Mapping: 50 % pass (1/2) 
 

 #5115.1 NOK 
Feature codes do not work on second line 

 
Three-party Services: 72% pass (18/25) 
 

 #5117.1, 5117.2:  
Dual hold not supported by IP PBX (renders “500 Internal Server” error) 

 #5125.1, 5125.2, 5125.3, 5125.4, 5126.4:  
Problems relating to CW (CW not supported, see “Known Issues”) 

 
Call Diversion: 100 % pass (9/9) 
 

 PBX-controlled and local CDIV OK 

 302 Moved Temporily support must be enabled on IP PBX for local CDIV to work 
 
Telephony Features: 100% pass (15/15) 
 

 Tested telephony features OK 

 MWI OK, however tested through simulation and not with actual Voice Mail  

 Call park/pick-up not tested 
 
BCT Features: 88% pass (14/16), carried out by NEC 
 

 #5142.3:  
Switched off status cannot be seen in BCT 

 #5149.1:  
Incoming calls can be answered by i62, not by BCT button (same as 3

rd
 party DECT 

handsets) 
 
 
Please keep in mind that metrics do not account for “no comments” or “untested” cases. 
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APPENDIX A: TEST CONFIGURATIONS 

NEC IS3000/SIP@Net 51.00.0.0 (851.00.0) & Business ConneCT 6.0.0200 

 
In the following appendix, you will find screenshots reflecting the management interface and aspects of 
configuring the IP-PBX application.  
 
 
Basic configuration actions for extensions 
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Configure call forwarding relations 

 
 
Configure group relations 
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Configure service classes and facility class marks 

 
 
 
Configure BCT application 
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Please refer to NEC’s documentation for further details about configuration and licensing. 
 
 
Configuration: 

 

SIP@NET 
Configuration Info
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Ascom i62 
 
System => <A|B|C|D>  

- Network Name: <name> 

- DHCP Mode: ON  

- 802.11 Protocol: 802.11a 

- SSID: <SSID>  

- Security Mode: WPA-PSK & WPA2-PSK 

- WPA-PSK Passphrase: <***>  

- Voice Power Save Mode: None  

- 802.11 a/n Channels: UNII-1  

- World Mode Regulatory Domain: World Mode (802.11d)  

- Transmit Gratuitous ARP: Yes  

 

Device => Settings  

- User Display Text: <name> 

- Language: <language> 

- Language input: <language>  

 

Device => General  

- Time Zone: <time zone> 

 

Device => Message Centre  

- Message Centre number: <BCT Message Centre Number>  

- Voice Mail number: <BCT Message Centre Number> 

- Voice mail call clears MWI: No 

 

Device => Call  

- Disable call waiting: Yes 

 

Audio => General  

- Dialing Tones Pattern: <country>  

 

VoIP => General  

- VoIP Protocol: SIP  

- Codec Configuration: G711A  

- Codec Packetization Time Configuration: 20ms 

- Internal Call Number length: 4 

- Endpoint Number: <Endpoint>  

- Endpoint ID: <NULL>  

 

VoIP => SIP  

- SIP Transport: UDP 

- Primary SIP Proxy: <IP>  

- SIP Proxy password: <user password>  

- SIP Register Expiration: 300  

 

 

Other settings were left at their defaults.  
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SIP Settings (1) 

 
 
 
SIP Settings (2) 
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Message Center 

 
 
 
Disable Call Waiting 
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Please note that WLAN infrastructure is not a part of this certification. 
 

 

Template file: 

 

Ascom i62 template

 



 

 
Interoperability Report - Ascom i62, v 3.4.16   17 
2012-10-31      

APPENDIX B: DETAILED TEST RECORDS 

 

Ascom VoWIFI  

 
Pass  82 

Fail  11 

Comments  25 

Untested   3 

Total 121 

 

Ascom i62 Test 
Results

 
Miscellaneous 
 
Please refer to Ascom’s “IP Telephony Services” test specification for detailed information regarding each 
test case. The document is available on the Ascom Extranet. 
 
URL (requires login):  
https://www.ascom-ws.com/AscomPartnerWeb/en/startpage/Sales-tools/Interoperability 

 
 

https://www.ascom-ws.com/AscomPartnerWeb/en/startpage/Sales-tools/Interoperability
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Test Results

		

				Test Report (rev A)

												Date:		12.09.2012 (updated 18.10.2012)

												Location:		Hilversum, NL

												Name:		Martijn van der Meulen, André Blokland,

														Luc Rader, Matthew Williams

				Telephony Services								PASS				82

												FAIL				11

												NOT TESTED				25

												See Comments				0

				Test object - Client:												118		93

						i62 software version 3.4.16
Juniper version: 7.6.1.3.0, U-APSD switched off (known issue, please refer to WLAN interop. report)

																Client configuration:

																Proxy/GK register, DTMF RFC2833, Codec G711A, Hold Type Inactive, Expires 300s, Msg center no. <BCT msg centre no.>

				Test object - IP PBX:

						NEC SIP@Net Server / CPU4000: version 51.00.0.0 (851.00.0)
BCT version 6.0.0200 (Server and Client)

																NOTE! PSTN = public SIP Trunk

						Test Case		Description		Section				Result		Comment

						5101.1		HS1 Pre-dials HS2		Basic Call				PASS		Number in display when no name configured, when name is configured name is displayed (MD5 Auth OK, supported w/ number only)

						5101.2		Fixed IP Phone Pre-dials HS2						PASS		DTMF receiving on NEC device working, Polycom not working.

						5101.3		Fixed non-IP Phone Pre-dials HS2						PASS		DTMF receiving is working.

						5102.1		HS1 Pre-dials HS2, RFC2833		Basic Call, DTMF				PASS		DTMF receiving is working.

						5102.2		HS1 Pre-dials HS2, SIP INFO						See Comments		Not supported by PBX

						5102.3		HS1 Pre-dials HS2, Inband/G711						NOT TESTED

						5103.1		HS1 Ignores HS2		Basic call, no answer and call reject				PASS		PBX timeout 180s						NOT TESTED

						5103.2		HS1 Declines HS2						PASS		Call reject tone is heard instead of busy. Call hung up after 7 seconds (normal, due to PBX signalling)						See Comment

						5104.1		HS3 Calls Busy HS1, case 1		Basic call, busy B party (invoke call waiting)				PASS

						5104.2		HS3 Calls Busy HS1, case 2						PASS				Campon busy is programmed with queuelength 1 (short length)

						5105.1		PSTN Extension Calls HS1, case 1		Basic call, public extension, DTMF				PASS		DTMF receiving is working.

						5105.2		PSTN Extension Calls HS1, case 2						PASS		DTMF receiving is working.

						5105.3		HS1 Pre-dials PSTN Extension						PASS

						5105.4		HS1 Pre-dials PSTN Extension						PASS

						5106.1		PSTN Extension Declines HS1, case 1		Basic call, public extension, no answer and call reject				PASS		Call reject tone is heard instead of busy. Call hung up after 7 seconds (normal, due to PBX signalling)

						5106.2		PSTN Extension Declines HS1, case 2						PASS		PSTN disconnects immediately in 5106.1

						5106.3		HS1 Declines PSTN Extension						PASS

						5106.4		HS1 Calls Busy PSTN Extension						NOT TESTED		PSTN phone has several lines (SIP trunk)

						5106.5		PSTN Extension Calls Busy HS1						FAIL		Cannot decline, PSTN keeps on ringing. (This works as designed by NEC, when CW enabled)

						5106.6		PSTN Extension Ignores HS1, No Answer						PASS		PBX timeout 180s

						5107.1		HS1 Pre-dials HS2		Basic Call, non-default port				NOT TESTED		We will not test this

						5107.2		HS1 Pre-dials HS2, TCP						PASS

						5108.1		HS1 Pre-dials HS2		Basic Call, SIP/TCP				NOT TESTED		We will not test this

						5108.2		HS1 Pre-dials HS2		Basic Call SIPS/SRTP				NOT TESTED		We will not test this

						5109.1		Call During DECT Master Failure		Basic call, Backup telephony master				NOT TESTED

						5110.1		HS1 Calls HS2 with Battery Removed (idle)		Portable with Removed Battery during Idle State				PASS		After 20 secs "no answer", before that silence and status "connecting" in display. Upon reinserted battery, call OK.

						5110.2		PSTN Extension Calls HS2 with Battery Removed (idle)						PASS		After 20 secs "no answer". Upon reinserted battery, call OK.

						5111.1		HS1 Calls HS2 with Battery Removed during Conversation		Portable with Removed Battery during call				PASS		HS1 disconnected after approx. 4 minutes.

						5111.2		PSTN Extension Calls HS2 with Battery Removed during Conversation						PASS		PSTN disconnected after approx. 4 minutes.

						5112.1		HS1 Calls Switched-off HS2		Portable switched off				PASS		Busy tone heard

						5112.2		PSTN Extension Calls Switched-off HS2						PASS		"Busy" on display

						5113.1		HS1 calls HS2 for 10 min		Basic Call, Stability				PASS		Hung up after approx 7 min (fixed in i62 SW, v 3.4.16)

						5113.2		Fixed phonecalls HS2 for 10 min						PASS

						5114.1		Verification of Call Procedure Mapping		Procedure mapping, configuration and management				PASS		activate CFU *21<ext>, cancel #21 (can be verified in BCT GUI)

						5115.1		Verfication of Procedure mapping in combination with R-Key/New Call		Procedure mapping in combination with R-Key/New Call				FAIL		CFU not possible on 2nd line

						5116.1		HS2 Holds/retrieves Call		Hold, retrieve, enquiry and brokering				PASS

						5116.2		Fixed Phone Holds/retrieves Call						PASS

						5116.3		HS3 Brokers Calls						PASS		If HS1 disconnects while on hold, the display of HS3 will still show active call, however call cannot be retrieved by HS3. (This works as designed by NEC.)

						5116.4		Fixed Phone Brokers Calls						PASS		If HS1 disconnects while on hold, the display of HS3 will still show active call, however call cannot be retrieved by HS3. (This works as designed by NEC.)

						5117.1		HS1 Enquires/brokers Call, exceptional case		Hold, retrieve, enquiry and brokering – exceptional case				FAIL		When HS2 calls HS4, PBX renders 500 internal server error (PBX does not support Dual Hold.)

						5117.2		Fixed Phone Enquires/brokers Call, exceptional case						FAIL		When HS2 calls HS4, PBX renders 500 internal server error (PBX does not support Dual Hold.)

						5118.1		HS3 Transfers Call To HS1		Call transfer (attended transfer)				PASS		Display information on target(C) stuck on transferor (B), P-Asserted ID not included in last INVITE to C (fixed in NEC SW v. 51.00.0.0 (851.00.3).)

						5118.2		HS3 Transfers Call To PSTN Extension, case one						PASS		Display information on target(C) stuck on transferor (B), P-Asserted ID not included in last INVITE to C (fixed in NEC SW v. 51.00.0.0 (851.00.3).)

						5118.3		HS3 Transfers Call To PSTN Extension, case two						NOT TESTED

						5119.1		HS3 Blind-transfers Call To HS1		Call transfer before answer (unattended transfer)				PASS		Display information on target(C) stuck on transferor (B), P-Asserted ID not included in last INVITE to C (fixed in NEC SW v. 51.00.0.0 (851.00.3).); No Name Update during Ringing (latter fixed in i62 SW, v 3.4.16)

						5119.2		HS3 Blind-transfers Call To PSTN Extension, case one						PASS		Display information on target(C) stuck on transferor (B), P-Asserted ID not included in last INVITE to C (fixed in NEC SW v. 51.00.0.0 (851.00.3).); No Name Update during Ringing (latter fixed in i62 SW, v 3.4.16)

						5119.3		HS3 Blind-transfers Call To PSTN Extension, case two						NOT TESTED

						5120.1		HS3 Blind-transfers Call To HS1, Call Rejected		Call transfer before answer (unattended transfer), user C rejects the call				PASS		Call dropped, does not bounce back to B. (This works as designed by NEC.)

						5120.2		HS3 Blind-transfers Call To PSTN Extension, Call Rejected, case one						PASS		Call dropped, does not bounce back to B. (This works as designed by NEC.)

						5120.3		HS3 Blind Transfers Call To PSTN Extension, Call Rejected, case two						NOT TESTED		We will not test this

						5121.1		HS3 Semi-transfers Call To HS1		Call transfer before answer (semi transfer)				NOT TESTED		We will not test this

						5121.2		HS3 Semi-transfers Call To PSTN Extension, case one						NOT TESTED		We will not test this

						5121.3		HS3 Semi-transfers Call To PSTN Extension, case two						NOT TESTED		We will not test this

						5122.1		HS3 Semi-transfers Call To HS1, Call Rejected		Call transfer before answer (semi transfer), user C rejects the call				NOT TESTED		We will not test this

						5122.2		HS3 Semi-transfers Call To PSTN Extension, Call Rejected, case one						NOT TESTED		We will not test this

						5122.3		HS3 Semi Transfers Call To PSTN Extension, Call Rejected, case two						NOT TESTED		We will not test this

						5123.1		HS3 activates CCBS		Call Completion Busy Subscriber (CCBS)				PASS		"5" at HS3

						5124.1		HS3 Answers Waiting Call From HS2, case one		Call waiting – indication and answer				PASS		HS1 calls back HS3 (This works as designed by NEC.)		CW is programmed as campon busy in SIP@net.

						5124.2		HS3 Answers Waiting Call From PSTN, case one						PASS		HS1 calls back HS3 (This works as designed by NEC.)

						5124.3		HS3 Answers Waiting Call From HS2, case two						PASS		HS3 must reject the second incoming call. After that it is possible to disconnect the first call. After disconnecting, the second call is ringing again. (This works as designed by NEC.)

						5124.4		HS3 Answers Waiting Call From PSTN, case two						PASS		HS3 must reject the second incoming call. After that it is possible to disconnect the first call. After disconnecting, the second call is ringing again. (This works as designed by NEC.)

						5125.1		HS3 Rejects Waiting Call From HS2		Call waiting – no answer				FAIL		Cannot decline waiting call (This works as designed by NEC.)

						5125.2		HS3 Rejects Waiting Call From PSTN						FAIL		Cannot decline waiting call (This works as designed by NEC.)

						5125.3		HS3 Ignores Waiting Call From HS2						FAIL		No time-out event (>5mins)

						5125.4		HS3 Ignores Waiting Call From PSTN						FAIL		No time-out event (>5mins)

						5126.1		HS1 Calls HS1		Call waiting – exceptional cases				PASS		Busy tone heared at HS1

						5126.2		HS4 Calls Busy On Both Lines HS1						PASS		Campon busy is programmed with a queue of 1 caller. This implementation does show the desired results.

						5126.3		HS2 Hangs Up and Answers Call Waiting From HS3						PASS		First call is parked and will bounce back to HS2 during conversation with HS3. (This works as designed by NEC.)

						5126.4		HS1 Hangs Up and H2 Answers Call Waiting From HS3						FAIL		Second call is hung up; New invite intepreted as third call by i62 (i62 timing issue won't be fixed, CW not supported)

						5127.1		Activate/Deactivate CW		Cancel CW				See Comments		Must be done at IP PBX, works when Campon busy (COB) is programmed and CFB is deactivated.

						5128.1		Basic Call		Verification of in-call display texts in combination with TPS				NOT TESTED

						5128.2		Hold, Retrieve						NOT TESTED

						5128.3		Call Waiting						NOT TESTED

						5128.4		Brokering						NOT TESTED

						5128.5		Unattended/Blind Transfer						NOT TESTED

						5128.6		Attended Transfer						NOT TESTED

						5129.1		Activate/Deactivate CFU		Activate/Deactivate CFU				PASS		No display update at HS1, CFU activate *21<extn>, deactivate #21 (Local CDIV w/ SuppServ OK, 302 Moved Temp handling must be enabled on IP-PBX)

						5129.2		Verify CFU, CLI and Ring Tone when Receiving an Internal Call						PASS		"Redirected" shown on display

						5129.3		Verify CFU, CLI and Ring Tone when Receiving an External Call						PASS		"Redirected" shown on display

						5130.1		Activate/Deactivate CFNR		Activate/Deactivate CFNR				PASS		Configured in SIP@NET

						5130.2		Verify CFNR, CLI and Ring Tone when Receiving an Internal Call						PASS		"Redirected" shown on display

						5130.3		Verify CFNR, CLI and Ring Tone when Receiving an External Call						PASS		"Redirected" shown on display

						5131.1		Activate/Deactivate CFB		Activate/Deactivate CFB				PASS		CFB activate *98<extn>, deactivate #98

						5131.2		Verify CFB, CLI and Ring Tone when Receiving an Internal Call						PASS		"Redirected" shown on display

						5131.3		Verify CFB, CLI and Ring Tone when Receiving an External Call						PASS		"Redirected" shown on display

						5132.1		Activation of Diversion to Divertor		Activation of Diversion to Divertor				NOT TESTED

						5133.1		Verification of Answering Group Call		Initialise and Answer Group Call				PASS		Tested with a multiring huntgroup. In the display of the ringing HS "redirected" is seen when called by huntgroup.		group property nr. 57 (PBX config.)

						5133.2		Verification of Answering Group Call from Extension within the Group						PASS

						5133.3		Verification of Answering Group Call from Fixed Phone						PASS

						5133.4		Verification of Answering Group Call from PSTN Extension						PASS

						5133.5		Verification of Answering a blind transferred call to Group from fixed phone						PASS		Display information on target(C) stuck on transferor (B), P-Asserted ID not included in last INVITE to C (fixed in NEC SW v. 51.00.0.0 (851.00.3).)

						5134.1		Activate		Do Not Disturb				PASS		activate CFU *53, cancel #53 (can be verified in BCT GUI)

						5134.2		Receive Call						PASS

						5134.3		Receive Call - Invoke Diversion						NOT TESTED

						5134.4		Deactivate						PASS

						5135.1		Verification of Dialling a "*" (star)		Abbreviated Dialling				NOT TESTED

						5136.1		Activate MWI		Message Waiting Indication				PASS		MWI simulated through *61<extn.>, MWI OK until SUBSCRIPTION terminated (fixed in i62 SW, v 3.4.16)

						5136.2		Indication of MWI after Restart of IP-DECT Master and VoWiFi Portable						PASS

						5136.3		Deactivate MWI						PASS		MWI simulated through code #61<extn.>

						5137.1		Active Busy Lamp Field		Busy Indication				See Comments		Seen in BCT

						5138.1		Three-Party Conference Call		Conference Calls				PASS		Extn. 3009 is conf. Leader (odd no), participants call extn. 3008 (even no); i62 ad-hoc conf. OK

						5139.1		HS1 Answers Concurrent Call		Concurrent Call				PASS

						5139.2		HS2 Calls HS1 when Fixed Phone is Busy						PASS

						5140.1		HS1 answers "break-in" call		Break-In/Barge-In				PASS

						5141.1		Verification of LDAP Inter-connectivity between PBX and IMS		LDAP Inter-connectivity				NOT TESTED		We will not test this

						5142.1		Business conneCT presence on i62		Check status forwarded				PASS

						5142.2				Check status DND				PASS

						5142.3				Check status switched off / deregistered				FAIL		Cannot be seen

						5142.4				Check status busy				PASS

						5142.5				Check status idle				PASS

						5142.6				Check status online				PASS

						5143.1		Incoming calls to BCT (int/ext)		For BCT employee, operator, agent				PASS

						5144.1		Outgoing calls from BCT (int/ext)		For BCT employee, operator, agent				PASS

						5145.1		BCT blind transfer (int/ext)		For BCT operator				PASS

						5146.1		Place i62 in an agent group		For BCT agent				PASS

						5147.1		Call BCT from call list (internal, external)		For BCT employee, operator, agent				PASS

						5148.1		Answer Internal/external calls at i62		For BCT employee, operator, agent				PASS

						5149.1		Answer incoming calls by BCT button instead of i62		For BCT employee, operator, agent				FAIL		Incoming calls can be answered by i62, not by BCT button. Same behaviour as on DECT phones

						5150.1		Twinning		For BCT employee, operator, agent				PASS		On i62 answered call on wired phone is seen as missed call

						5151.1		Intrude (break in) from i62 to wired phone		For BCT operator				PASS

						5152.1		Intrude (break in) from wired phone to i62		For BCT operator				PASS








SIP&Net configuration (screens) to certify i62 handsets


<didati:;


 2012-10-24 +3+ 11:07


<disipr:91;


Item                                  Value


Route number (point-code)             91


Inside global IP address:port         -


Proxy IP address:port                 192.168.98.237:5070


Proxy domain name                     -


By DNS obtained Proxy IPaddress(R/O)  -


Registrar IP address:port             192.168.98.237:5070


Registrar domain name                 -


By DNS obt. Registrar IPaddress(R/O)  -


SIP driver IP address:port            -:5070


Route user name                       srv2_IntercomSrv


Requested lease time (hh:mm:ss)       01:00:00


Remaining lease time (hh:mm:ss)       00:00:00


Transport protocol                    UDP


Authentication username               -


Authentication password               -


SIP protocol variant                  0


Peer-2-peer RTP                       1


Add received phone-context as prefix  0


Identity Header                       none


Early Media                           0


SIP signalling group                  -


Local domain                          -


Requested route status                NO-REG


Current route status                  INS


<dirtld:91;


    ROUTE   LOCAL-DOMAIN


       91         1


<didnrl:1300;


       DNR  LOCAL-DOMAIN


      1300        1


<didnrl:1301;


       DNR  LOCAL-DOMAIN


      1301        1


<didnrl:1015;


       DNR  LOCAL-DOMAIN


      1015        1


<diexid:0;


 UNIT CM  PACKAGE PATCH COUNTRY# EXCHANGE# ADMIN# USER#      12NC


   1   1  6811.40    1    0670     3000     0810  0460  3522-274-40690


PACKAGE-RELEASE-DATE  START-UPGRADE-PERIOD  END-UPGRADE-PERIOD  DAYS-LEFT


     2012Q3                  2012Q4              2013Q4            434


<DIBRDS:15,1;


SHELF BRD CRT  TYPE SUBTYPE MAIN/SLAVE HW-TYPE SIG-GROUP IP-SIG-GROUP


   15   1   -   39      -    master      255     B001         -


RESOURCES ON BRD:


SHELF BRD CRT  RES-TYPE       HW-TYPE    SIG-GROUP


   15   1   0  LCT              255        B001


   15   1  31  LCT              255        B001


<DIBRDS:15,2;


SHELF BRD CRT  TYPE SUBTYPE MAIN/SLAVE HW-TYPE SIG-GROUP IP-SIG-GROUP


   15   2   -   39      -    master      255     B001         -


RESOURCES ON BRD:


SHELF BRD CRT  RES-TYPE       HW-TYPE    SIG-GROUP


1







   15   2   0  LCT              255        B001


   15   2   1  LCT              255        B001


   15   2  31  LCT              255        B001


<DISIED:15,1,0&&31;


SHELF BRD CRT        DNR       IP-ADDRESS   PORT PROT  LEASE.REQ  LEASE.LEFT


   15   1   0          -                -      -    -          -           -


   15   1  10       1010   192.168.98.250   5060  UDP        300         287


   15   1  11       1011                -      -    -          -           -


   15   1  12       1012                -      -    -          -           -


   15   1  13       1013   192.168.98.224   5060  UDP       3600        3025


   15   1  14       1014   192.168.98.225   5060  UDP       3600        3477


   15   1  15       1015   192.168.98.211   5060  UDP        300          61


   15   1  16       1100                -      -    -          -           -


<DISIED:15,2,0&&31;


SHELF BRD CRT        DNR       IP-ADDRESS   PORT PROT  LEASE.REQ  LEASE.LEFT


   15   2   0       1300   192.168.98.249   5060  UDP        300         113


   15   2   1       1301   192.168.98.228   5060  UDP        300         273


   15   2   2       1302                -      -    -          -           -


   15   2   3       1303                -      -    -          -           -


   


<dibrds:15,10;


SHELF BRD CRT  TYPE SUBTYPE MAIN/SLAVE HW-TYPE SIG-GROUP IP-SIG-GROUP


   15  10   -   44      -    master      255     B004         -


RESOURCES ON BRD:


SHELF BRD CRT  RES-TYPE       HW-TYPE    SIG-GROUP


   15  10   0  TRC              255        B004


   15  10  31  TRC              255        B004


<diippd:b001;


 SIG-GRP  LANGUAGE  ACCESS-CODE      GATEKEEPER   CODECS PAYLOAD RFC-2833 


ROTA


    B001         -          779               -  1 2 - -      30     96     


90


 SRTP       ENCRYPTION          AUTHENTICATION      T.38 SESSION


-          -                   -                      -    -


 VoIP-DATA


-


<diippd:b004;


 SIG-GRP  LANGUAGE  ACCESS-CODE      GATEKEEPER   CODECS PAYLOAD RFC-2833 


ROTA


    B004         -          779               -  1 - - -      30     96     


90


 SRTP       ENCRYPTION          AUTHENTICATION      T.38 SESSION


-          -                   -                      -    -


 VoIP-DATA


-


<didest:0;


 DEST TREE FST-DT SND-DT ACC-REP ROUTE-TABLE DELAY-SEIZURE NUMB-PLAN LOC-


LOOKUP


    0    8      1      0       0         0 D       0           0         0


<dirota:0;


      ROUTE-TABLE        UNIT         SEQUENCE-TABLE


           0               1                1


   NORMAL EXTENSION              OPERATOR                 PRIORITY EXTENSION


ROUTE PREF TRFC SMART       ROUTE PREF TRFC SMART       ROUTE PREF TRFC 


SMART


  91    p    1   No           91    p    1   No           91    p    1   No


2







<dirout:91;


 ROUTE   UNIT  BSPT  GEN-OPTS          GEN-TONE  CV  CC-TABLE


 91      1     -     0111000000100000  440440    0   -


 INC-OPTS    TONE-AND-DDI-OPTS  TREE  A-QUEUE         OVE        SCNE


 11010000100 002399999          5     16               -           -


 OUT-OPTS  ATF


 001000    0


NO INCOMING DIGIT CONV. ON THIS ROUTE (USE DIDGCO FOR OUTGOING DIGIT CONV.)


   SEQ     BUNDLE


     0     191


<dibndl:191;


BUNDLE  BSPT  ROUTE  UNIT DIR-AND-NEG OPTIONS         CON-AND-SIG-TYPE ALL-


CALLS


191     -     91     1     2      -   1100010000010001 3      24       -


   SEQ     SHELF BRD CRT   B-CH    LINE


     0        15  10   0   -       1900


     1        15  10   1   -       1901


     2        15  10   2   -       1902


     3        15  10   3   -       1903


     4        15  10   4   -       1904


     5        15  10   5   -       1905


     6        15  10   6   -       1906


     7        15  10   7   -       1907


     8        15  10   8   -       1908


     9        15  10   9   -       1909


    10        15  10  10   -       1910


    11        15  10  11   -       1911


    12        15  10  12   -       1912


    13        15  10  13   -       1913


    14        15  10  14   -       1914


    15        15  10  15   -       1915


<dildom:1;


LOCAL-DOMAIN DATA ITEMS                  LDI    UNKNOWN      E.164    


PRIVATE


Local Domain / Numbering Plan assigned     1          *          *          


-


Country/Level 2 Code                                 31         31


Area/Level 1 Code                                    40         40


DDI Prefix                                            -        811


International/Level 2 Prefix                         00         00


National/Level 1 Prefix                               0          0


Special Services Prefix                               -          -


Trunk Access Code                                     0          0


Preferred TON for Called Party Number                 -          2


Preferred TON for CLI/COL Party Number                0          2


Insert TAC for CLI/COL TON unknown                    1          0


Route defines call back TAC for CLI/COL               1          0


NP of CLI in gateway or transit calls                 0          1


<dilics:;


Active licenses


 UNIT  NR  DESCRIPTION          GRANTED   TOTAL   USED  EXPIRY DATE


  01  001 : BSP                     Yes     1928     92       -


  01  002 : IMP                     Yes        -      -       -


  01  003 : ACD agent               No         0      0       -


  01  005 : DPNSS TRUNK             No         -      -       -


  01  006 : Cost Accounting         Yes        -      -       -


  01  007 : System Management       Yes        -      -       -


  01  008 : FDCR                    Yes        -      -       -


  01  009 : LCCR                    Yes        -      -       -


  01  010 : Voice Mail              Yes        -      -       -


  01  011 : iSNet PVN               Yes        -      -       -


  01  012 : Ext Password Dialing    No         0      0       -
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  01  013 : MOH from IAS            Yes        -      -       -


  01  014 : Dynamic Delay Message   Yes        -      -       -


  01  015 : Operator Monitoring     Yes        -      -       -


 UNIT  NR  DESCRIPTION          GRANTED   TOTAL   USED  EXPIRY DATE


  01  017 : iSLink CSTA ISDN        No         0      0       -


  01  018 : CSTA monitor            Yes      512      0       -


  01  019 : Ext Desk Sharing        Yes       50     10       -


  01  020 : CNND                    Yes        -      -       -


  01  021 : iSLink CSTA Ethernet    Yes       10      0       -


  01  022 : Install DNR-EHWA        Yes        -      -  2013-03-31


  01  023 : CSTA I/O Services       No         -      -       -


  01  024 : CSTA I/O Registration   Yes      512      0       -


  01  025 : Free Numbering          Yes        -      -       -


  01  026 : ICDD                    Yes        -      -       -


  01  027 : CCBS                    Yes        -      -       -


  01  028 : ECDD                    Yes        -      -       -


  01  029 : iPVN                    Yes    65535      0       -


  01  030 : Project Application 1   No         -      -       -


 UNIT  NR  DESCRIPTION          GRANTED   TOTAL   USED  EXPIRY DATE


  01  031 : Multi line D340         Yes    65535      0       -


  01  032 : Multi line D340/330     Yes    65535      0       -


  01  033 : MultL D340/330/325      Yes    65535      0       -


  01  034 : CSTA PBC application    Yes       10      0       -


  01  035 : CSTA EP application     No         0      0       -


  01  036 : CSTA EXTERN appl.       Yes        2      0       -


  01  037 : CSTA EXTERN seat        Yes      512      0       -


  01  038 : CSTA CC210 appl.        No         0      0       -


  01  039 : CSTA CC210 seat         No         0      0       -


  01  040 : CSTA PBC seat           Yes     1024      0       -


  01  041 : CSTA DMS application    Yes        2      0       -


  01  042 : CSTA DMS seat           Yes      512      0       -


  01  045 : CSTA 3P TAPI appl.      No         0      0       -


  01  046 : CSTA 3P TAPI seat       No         0      0       -


 UNIT  NR  DESCRIPTION          GRANTED   TOTAL   USED  EXPIRY DATE


  01  047 : CSTA EP seat            No         0      0       -


  01  048 : Voice Logging           Yes        -      -       -


  01  049 : CSTA voice log appl.    No         0      0       -


  01  050 : CSTA voice log seat     No         0      0       -


  01  051 : CSTA CTI server appl.   Yes        2      0       -


  01  052 : CSTA CTI server seat    Yes      512      0       -


  01  056 : BCT synchronization     Yes        -      -       -


  01  057 : QSIG Suppl. Services    No         -      -       -


  01  058 : QSIG iSNet              Yes        -      -       -


  01  059 : ISG channels            No         0      0       -


  01  060 : CSTA messenger appl.    Yes        2      0       -


  01  061 : CSTA messenger seat     Yes      512      0       -


  01  064 : CSTA desktop appl.      No         0      0       -


  01  065 : CSTA desktop seat       No         0      0       -


 UNIT  NR  DESCRIPTION          GRANTED   TOTAL   USED  EXPIRY DATE


  01  066 : Software SMA user       Yes       50     10       -


  01  067 : CCIS TRUNK              No         -      -       -


  01  068 : iTMP DECT               Yes        -      -       -


  01  069 : SIP Extensions          Yes      110      6       -


  01  070 : SIP Trunk Suppl.Serv.   Yes        -      -       -


  01  071 : SIP Server              Yes        -      -       -


  01  072 : SIP Server on ISS       Yes        -      -       -


  01  073 : Start Upgrade Period    Yes    20124      -       -


  01  074 : Non-NEC SIP trunk       Yes        -      -       -


  01  075 : SIP trunk channels      Yes       30      0       -


  01  076 : Dual Server             No         -      -       -
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